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(54) SOUND SOURCE PROBING SYSTEM 



(57) In order to locate and display the source of a 
sound such as a noise at a factory or the like accurately 
even when it is outside, a pair of microphones (M1 , M3) 
and another pair of microphones (M2, M4) are disposed 
on the X axis and Y axis with a distance L therebetween, 
respectively, the direction of the sound source is esti- 



mated from a difference between sound arrival times to 
the microphones (M1, M3) and a difference between 
sound arrival times to the microphones (M2, M4), an im- 
age around the estimated location of the sound source 
is picked up by a camera, and the above estimated lo- 
cation of the sound source is displayed on the above 
image displayed on the display of a personal computer. 
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Description 

Background of the Invention 

[Field of the invention] 5 

[0001] The present invention relates to a sound 
source locating system for locating the source of a noise 
and displaying the location of the source to cope with 
noises at a factory or the like. 1 <> 

[Description of the Prior Art] 

[0002] At a factory or the like, many kinds of low-fre- 
quency noises having a frequency of 50 Hz to 60 Hz or *5 
a frequency double that frequency are generated from 
a power supply box and a transformer such as a relay. 
To cope with such noises, an operator measures a 
sound pressure distribution around a noise generating 
device with a noise meter to locate the source of the 20 
noise and take countermeasures against it. However, it 
is time-consuming and not efficient to locate the source. 
Then, a method of estimating the source of a sound such 
as a noise using an acoustic technique is now under 
study. 25 
[0003] Conventionally proposed sound source locat- 
ing methods include (1) one making use of the correla- 
tion between sound pressure waveforms and (2) one 
making use of acoustic holography. In the method (1), 
the property of a correlation function is utilized to esti- 30 
mate the location of a sound source from the correlation 
between sound waveforms collected at a plurality of lo- 
cations whereas in the method (2), a basic wave is 
scanned in a space to be investigated, an interference 
sound generated by interference between the above ba- 35 
sic wave and a noise is recorded for each scanning di- 
rection, and a sound pressure distribution in the space 
in which the basic wave has been scanned is repro- 
duced from the obtained record to estimate the source 
of the noise. 4 o 
[0004] Although measurement and analysis take long 
in the above method making use of the correlation be- 
tween sound pressure waveforms and the above meth- 
od making use of acoustic holography, the methods are 
effective in a limited space but have a problem that a 45 
system becomes large in size to improve accuracy when 
a sound source is located outside. 
[0005] It is conceivable that a sound source is located 
using a directional microphone. Since most noises at a 
factory or the like are sounds having a low frequency 50 
range as described above, they have low directionability 
and even when a microphone is provided with direction- 
ability, it is difficult to locate a sound source. 
[0006] In view of the above problems of the prior art, 
it is an object of the present invention to provide a sound 55 
source locating system which is simple in structure and 
can locate and display the source of a sound such as a 
noise at a factory or the like with high accuracy even 



when it is outside. 
Summary of the Invention 

[0007] According to a first aspect of the present inven- 
tion, there is provided a sound source locating system 
which comprises microphones including three micro- 
phones arranged two-dime nsionally, means of estimat- 
ing the location of a sound source from phase differenc- 
es among the output signals of the microphones (such 
as information on the phase angle of the cross spectrum 
of the output signals), means of picking up an image 
around the estimated location of the sound source and 
means of displaying the above estimated location of the 
sound source on the picked up image in order to esti- 
mate the location of the sound source and display the 
estimated location of the sound source on the image 
around the location of the sound source displayed on 
the display means such as a display. 
[0008] According to a second aspect of the present 
invention, there is provided a sound source locating sys- 
tem, wherein a pair of microphones spaced apart from 
each other by a predetermined distance are each dis- 
posed on two crossing straight lines, for example, a pair 
of microphones are placed at X1 = (1^/2, 0) and X2 = (- 
1^/2, 0) on the X axis and the other pair of microphones 
are placed at Y1 = (0, 1^2) and Y2 = (0, -L 2 /2) on the Y 
axis, a difference between sound arrival times to each 
pair of microphones is obtained, and the direction of the 
sound source is estimated from the above arrival time 
differences. 

[0009] According to a third aspect of the present in- 
vention, there is provided a sound source locating sys- 
tem which comprises microphones including four micro- 
phones arranged three-dimensional ly, means of esti- 
mating the location of a sound source from phase dif- 
ferences among the output signals of the microphones, 
means of picking up an image around the estimated lo- 
cation of the sound source and means of displaying the 
estimated location of the sound source on the picked up 
image. 

[001 0] According to a fourth aspect of the present in- 
vention, there is provided a sound source locating sys- 
tem, wherein a pair of microphones spaced apart from 
each other by a predetermined distance are each dis- 
posed on three crossing straight lines, a difference be- 
tween sound arrival times to each pair of microphones 
is obtained, and the location of the sound source is es- 
timated from the above arrival time differences. 
[001 1] According to a fifth aspect of the present inven- 
tion, there is provided a sound source locating system 
which comprises microphones consisting of two pairs of 
microphones disposed on two crossing straight lines 
with a predetermined distance therebetween and a fifth 
microphone not existent on the same plane as the above 
two pairs of microphones, means of estimating the lo- 
cation of a sound source from phase differences among 
the output signals of the microphones, means of picking 
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up an image around the estimated location of the sound 
source and means of displaying the estimated location 
of the sound source on the picked up image in order to 
estimate the location of the sound source from differenc- 
es among sound arrival times to the microphones ob- 5 
tained from the above phase differences and display the 
estimated location of the sound source on the image 
around the location of the sound source displayed on 
the display means such as a display. 
[0012] According to a sixth aspect of the present in- 
vention, there is provided a sound source locating sys- 
tem, wherein the above two pairs of microphones are 
disposed on two crossing straight lines, respectively, to 
form a regular square, the fifth microphone is disposed 
on a straight line passing through the center of the reg- 
ular square and perpendicular to the above two straight 
lines to make the distances between the fifth micro- 
phone and the microphones forming the square equal 
to one another, and differences among sound arrival 
times to the microphones are obtained to estimate the 
location of the sound source. 

[0013] According to a seventh aspect of the present 
invention, there is provided a sound source locating sys- 
tem, wherein the fifth microphone is arranged such that 
the distances between the fifth microphone and the oth- 
er microphones forming the regular square are made 
equal to the distance between each pair of the micro- 
phones. 

[0014] According to an eighth aspect of the present 
invention, there is provided a sound source locating sys- 
tem, wherein the color of a symbol for the location of the 
sound source displayed is changed according to the lev- 
el of sound pressure or the height of frequency. This 
makes it possible to display not only the locations of a 
plurality of sound sources when existent but also the 
sound pressure levels and frequency characteristics of 
the sound sources. Therefore, it is possible to judge the 
characteristic features of the sound sources visually. 
[0015] According to a ninth aspect of the present in- 
vention, there is provided a sound source locating sys- 
tem, wherein the microphones are moved to a plurality 
of positions, thereby improving the estimation accuracy 
of the location of the sound source. 
[0016] According to a tenth aspect of the present in- 
vention, there is provided a sound source locating sys- 
tem, wherein the microphones are rotated to collect 
sounds at a plurality of angles, thereby improving the 
estimation accuracy of the location of the sound source. 
[001 7] According to an eleventh aspect of the present 
invention, there is provided a sound source locating sys- 
tem, wherein the microphones are used to collect a 
sound at predetermined time intervals to obtain the lo- 
cation of the sound source at each measurement time 
in order to estimate the movement of the location of the 
sound source. 

[0018] According to a twelfth aspect of the present in- 
vention, there is provided a sound source locating sys- 
tem which comprises means of measuring the absolute 
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locations on the ground of the microphones to specify 
the absolute location on the ground of the sound source 
from the measurement locations of the microphones. 
[001 9] According to a thirteenth aspect of the present 
invention, there is provided a sound source locating sys- 
tem which comprises means of storing data on the 
sound pressure of a sound source which is collected by 
the microphones and normal and means of comparing 
newly collected sound pressure data with the above 
stored sound pressure data. 

[0020] Other objects and advantages of the present 
invention will become apparent from the following de- 
scription when taken in conjunction with the accompa- 
nying drawings. 

Brief Description of the Accompanying Drawings 
[0021] 

Fig. 1 is a schematic diagram of a sound source lo- 
cating system according to Embodiment 1 of the 
present invention; 

Fig. 2 is a functional block diagram of the storing/ 
computing unit of a personal computer according to 
Embodiment 1 of the present invention; 
Fig. 3 is a diagram showing the arrangement of mi- 
crophones according to Embodiment 1 of the 
present invention; 

Fig. 4 is a diagram for explaining the movement of 
a measurement unit: 

Fig. 5 is a flow chart of a sound source locating 
method according to Embodiment 1 of the presents 
invention; 

Fig. 6 is a diagram showing an example of a display 
image according to Embodiment 1 of the present 
invention; 

Fig. 7 is a schematic diagram of a sound source lo- 
cating system according to Embodiment 2 of the 
present invention; 

Fig. 8 is a diagram showing the arrangement of mi- 
crophones according to Embodiment 2 of the 
present invention; and 

Fig. 9 is a diagram showing an example of a display 
image according to Embodiment 2 of the present 
invention. 

Detailed Description of the Preferred Embodiments 

[0022] Preferred embodiments of the present inven- 
tion will be described hereinbelow with reference to the 
accompanying drawings. 

Embodiment 1 

[0023] Fig. 1 is a schematic diagram of a sound 
source locating system according to Embodiment 1 . M1 
to M4 are microphones for measuring the sound pres- 
sure level of a noise from an unshown sound source, 
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MO is an auxiliary measuring microphone, 11 a CCD 
camera for picking up an image around the location of 
the sound source (to be simply referred to as "camera" 
hereinafter), 12 GPS for specifying the ground positions 
of the above microphones MO to M4, 13 amplifier for am- 5 
plifying sound pressure signals collected by the above 
microphones MO to M4, 14 A/D converter for converting 
the amplified sound pressure signals (analog signals) 
into digital signals, and 15 a video input/output unit for 
converting the image signal (analog signal) of the cam- 10 
era 11 into a digital signal. 

[0024] Denoted by 20 is a personal computer which 
comprises a keyboard 21 as input means, a storing/ 
computing unit 22 for computing the estimation of the 
location of the sound source and a display 23 as image '5 
display means. The above storing/computing unit 22 
comprises parameter storage means 24 for storing 
measurement parameters, sound source location esti- 
mating means 25 for estimating the location of the sound 
source by a hyperbolic technique using the A/D convert- 20 
ed sound pressure signals of the microphones M1 to M4 
and image composing means 26 for composing an im- 
age by adding an image showing the estimated location 
of the sound source to an image from the above camera 
11 and sending it to the above display 23. 25 
[0025] 30 denotes a base which comprises a support 
member 31 composed of a tripod and a rotary frame 32, 
disposed on the top of the support member 31, for 
mounting the microphones M0 to M4, the microphone 
M0 is mounted to the top of a vertical frame 32Z project- 30 
ing upward from the rotary plate 32P of the above rotary 
frame 32, and the microphones M1 to M4 are mounted 
to both ends of two horizontal frames 32X and 32Y 
crossing each other and projecting from the above ver- 
tical frame 32Z. The camera 11 is mounted to a lower 35 
portion of the above vertical frame 32Z and rotated to- 
gether with the above microphones M0 to M4. GPS 12 
is mounted on a mounting plate 33 attached below the 
above rotary frame 32. 

[0026] The base 30 mounting the above microphones <o 
M0 to M4, the camera 11 and GPS12 is called "meas- 
urement unit 10" hereinafter. 

[0027] The hyperbolic technique is used to estimate 
the location of the above sound source, making use of 
the fact that the location (x, y, z) of the sound source is <5 
on the surface of a spindle whose axis is a straight line 
passing through a pair of microphones (Mi, Mj) and 
which is determined by a constant calculated from a dif- 
ference between sound arrival times to the pair of mi- 
crophones at a predetermined distance from the sound 50 
source (time delay Dij), a distance between the micro- 
phones and sound velocity. A pair of microphones 
spaced apart from each other by a predetermined dis- 
tance are each disposed on three crossing straight lines 
to obtain a difference between sound arrival times to 55 
each pair of microphones, and at least three spindles 
are obtained from the above arrival time differences to 
obtain the location (x t y, z) of the sound source from the 



intersecting point of these spindles. 
[0028] In this Embodiment 1, the direction of the 
sound source is estimated based on the assumption that 
the sound source is situated on the X-Y plane. There- 
fore, as shown in Figs. 3(a) and 3(b), a pair of micro- 
phones (M 1 , M3) and another pair of microphones (M2, 
M4) are placed at points (U2, 0, 0) and (-L/2, 0,0) on the 
X axis and at points (0, L/2, 0) and (0, -U2, 0) on the Y 
axis with a distance L therebetween, respectively, and 
the frequencies of output signals from the pairs of mi- 
crophones (M1 , M3) and (M2, M4)are analyzed to esti- 
mate the location of the sound source from a time delay 
Dij (differences Dx and Dy between sound arrival times 
to the pair of microphones (M 1 , M3) and between sound 
arrival times to the pair of microphones (M2, M4) in this 
embodiment) between the microphone Mi and the mi- 
crophone Mj at a frequency f. 

[0029] When the distance from the above sound 
source to the system is much larger (for example, 10 
times or more) than the distance L between the micro- 
phones, it is possible that the sound is regarded as a 
plane wave and the direction 9 of the sound source is 
represented by the following approximation (1). 

6 =tan" 1 (Dy/Dx) (1) 

[0030] The above time delay Dij is calculated from the 
following equation (2) by obtaining the cross spectrum 
Pij (f) of a signal input into the two microphones Mi and 
Mj and using the phase angle information y(rad) of the 
above frequency f. 

Dij = 1/(2wf) y(Pij(f)] (sec) (2) 

The direction 9 of the sound source can be calculated 
for each frequency. 

[0031] The distance L between the pair of micro- 
phones (M1 , M3) and between the pair of microphones 
(M2, M4) is determined according to the main frequency 
range of the noise to be measured. In this Embodiment 
1, the above noise to be analyzed is a sound having a 
peak at 120 Hz, 240 Hz and 360 Hz generated from a 
transformer at a factory or the like (a peak at 60 Hz which 
is a fundamental wave is excluded because its back- 
ground is large) and the above L is set to 0.42 m so that 
a noise having a frequency band of about 490 Hz or less 
can be measured with high sensitivity. 
[0032] The auxiliary measuring microphone M0 hav- 
ing a height different from those of the microphones M1 
to M4 is used to measure an impulse signal as a TPS 
signal (time delaying pulse signal) in order to confirm 
the influence of a reflection wave. 
[0033] Although the above direction 0 of the sound 
source can be obtained by one time of measurement, in 
this Embodiment 1, as shown in Fig. 4, the measure- 
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ment accuracy of the direction 6 of the sound source is 
improved by moving the measurement unit 10 to a plu- 
rality of positions, or by rotating the rotary frame 32 at 
the same measurement position to carry out measure- 
ment at a plurality of angles. 5 
[0034] A description is subsequently given of the 
method of estimating the direction of a sound source us- 
ing the above sound source locating system with refer- 
ence to the flow chart of Fig. 5. 

[0035] After the measurement unit 1 0 is first installed 10 
at a position where a noise from its source can be col- 
lected, the adjustment of the system such as the fre- 
quency range of an input signal and the lens of the cam- 
era is carried out (step S1 0). At this point, the horizontal 
frame 32X (or horizontal frame 32Y) is adjusted to a pre- 15 
determined start position (provisional, X axis or Y axis). 
[0036] Thereafter, parameters such as the number of 
microphones and the sampling frequency are stored in 
the parameter storage means 24 in the storing/comput- 
ing unit 22 of the personal computer 20 from the key- 20 
board 21 (step S11 ). The above parameters also include 
information on the arrangement of the microphones, the 
frequency range passing through an unshown filter and 
the maximum average number of measurement times 
besides the number of measurement positions, the 25 
number of microphones and the sampling frequency. 
Since the parameter storage means 24 stores these in- • 
itial set values, only changed parameters are input into 
this parameter storage means 24. 

[0037] Subsequently, the center positions of the mi- 30 
crophones MO to M4, that is, the absolute positions on 
the ground of the microphones are measured by GPS 
12 mounted to the measurement unit 10 and input into 
the personal computer 20 (step S12), and then the 
number of measurement times and the rotation angle of 35 
the frame at the above measurement position are input 
from the keyboard 21 (step S13). The level of sound 
pressure (sound information) and image information 
may be collected by rotating the rotary frame 32 each 
time measurement is made or by rotating the rotary <o 
frame 32 after measurement is made a plurality of times 
at the same angle. 

[0038] In this Embodiment 1, sound information and 
image information are collected once at a frame rotation 
angle of 0° (initial position), 90°, 1 80° or 270° by means <5 
of the microphones M1 to M4 and the camera 11, and 
the collected sound information and image information 
are input into the personal computer 20 (step S 14). That 
is, in this embodiment, the measurement conditions are 
set such that measurement is carried out four times at so 
that position. Sound pressure signals which are the out- 
puts of the microphones M1 to M4 and the microphone 
M0 are amplified by the amplifier 13 and converted into 
digital signals by the AID converter 14. An image signal 
from the camera 11 is converted into a digital signal by 55 
the video input/output unit 1 5 and then input into the per- 
sonal computer 20. 

[0039] The personal computer 20 carries out compu- 



tation for the estimation of the location of the sound 
source using sound information from the above micro- 
phones M1 to M4, the above-described hyperbolic tech- 
nique or the approximation (1) for the direction 8 of the 
sound source (step S15). 

[0040] Subsequently, it is judged whether measure- 
ment at all the frame rotation angles is completed (step 
S16) and when it is not, the rotary frame 32 is rotated at 
90° and the routine returns to step S14 to collect sound 
information and image information at the next frame ro- 
tation angle. When measurement at all the frame rota- 
tion angles is completed, the rotary frame 32 is returned 
to the initial position and the processing of averaging the 
locations of the sound source obtained at all the meas- 
urement positions is carried out (step S17). 
[0041] Thereafter, it is judged whether measurement 
at all the measurement points is completed (step S18) 
and when it is not, the measurement unit 10 is moved 
to the next measurement position to carry out the oper- 
ations of the above steps S12 to S17. 
[0042] When measurement at all the measurement 
points is completed, the most reliable location of the 
sound source is estimated from data on the location of 
the sound source at each measurement point (step S19) 
and then an image which shows the estimated location 
of the sound source the best is selected to display the 
sound source location estimation area on the image as 
shown in Fig. 6 (step S20). 

[0043] Even when there are a plurality of sound sourc- 
es, the sound source locating system of the present in- 
vention can specify the locations of the plurality of sound 
sources and calculate the contribution rates of the 
sound sources to each frequency. For example, it can 
compute and display the locations of the plurality of 
sound sources such as the estimated area A of the lo- 
cation of a sound source which is located at "0°" in the 
forward direction and the estimated area B of the loca- 
tion of a sound source which is located at w -45°" in the 
rear direction and detailed information on the sound 
sources such as the intensity of each sound having a 
different frequency at an angle from the measurement 
position. It is possible to change the color of a symbol 
for the location of a sound source displayed according 
to the level of sound pressure or the height of frequency. 
For example, to change the color of a symbol for the 
location of a sound source displayed according to the 
level of sound pressure, the symbol (circle) colored ac- 
cording to the level of sound pressure is displayed on 
the image that shows the location of the sound source 
the best, a frequency distribution graph which plots the 
direction of the sound source on the X axis and frequen- 
cy on the Y axis b is displayed below the image, and 
symbols in the graph are colored different correspond- 
ing to each level of sound pressure so that even when 
there are a plurality of sound sources which differ from 
one another in sound pressure level or frequency, the 
locations of the sound sources can be known visually, 
thereby making it possible to know the characteristic 
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features of the sound sources in detail easily. 
[0044] A symbol colored according to the height of fre- 
quency may be displayed on the image that shows the 
location of the sound source the best and a sound pres- 
sure distribution graph which plots the direction of the 5 
sound source on the X axis and the level of sound pres- 
sure on the Y axis may be displayed below this image. 
Symbols in the above graph may be colored different 
according to the height of frequency 
[0045] The coordinates of the estimated location of w 
the sound source may be displayed at the same time. 
The above coordinates may be values from the preset 
origin (0,0) or the absolute position on the ground of the 
estimated location of the sound source calculated based 
on the location of the measurement unit 10 measured *5 
by the above GPS 12. 

[0046] Thus, according to this Embodiment 1, the di- 
rection of the sound source is estimated from a differ- 
ence between the output signal arrival times of the pair 
of microphones (M1 , M3) disposed on the X axis with a 20 
distance L therebetween and a difference between the 
output signal arrival times of the pair of microphones 
(M2, M4) disposed on the Y axis with the distance L ther- 
ebetween, and an image around the estimated location 
of the sound source is picked up by the camera 11 so 25 
that the estimated location of the sound source is dis- 
played on the picked up image displayed on the display 
23 of the personal computer 20. Therefore, the source 
of a sound such as a noise at a factory or the like can 
be specified and displayed accurately with a simple so 
structure even when it is outside. By changing the color 
of a symbol for the location of a sound source displayed 
as an image according to the level of sound pressure or 
the height of frequency, even when there are a plurality 
of sound sources, the locations of the sound sources 35 
can be specified and the characteristic features of the 
sound sources can be known visually. 
[0047] The measurement accuracy of the direction 9 
of the sound source can be improved by moving the 
measurement unit 10 comprising the microphones M0 *o 
to M4, the camera 11 and GPS 12 mounted on the base 
30 to a plurality of positions, or by rotating the rotary 
frame 32 to measure at a plurality of angles and at the 
same measurement position. 

[0048] In the above Embodiment 1 , four microphones 
are used to estimate the direction of the sound source. 
However, three microphones which are not disposed on 
a straight line (on a plane) may be used to estimate the 
direction of the sound source. 

[0049] In the above embodiment, two pairs of micro- 50 
phones (M1 , M3) and (M2 t M4) are used to estimate the 
direction of the sound source. Further, three pairs of mi- 
crophones including another pair of microphones dis- 
posed in the Z-axis direction may be used to obtain the 
horizontal angle 0 and elevation angle <j> of the location 55 
of the sound source. Theoretically, the location of a 
sound source can be estimated by using four micro- 
phones arranged three-dimensionally on three crossing 



straight lines. However, to facilitate signal processing 
and computation, three pairs of microphones which are 
spaced apart from each other by a predetermined dis- 
tance are preferably disposed on three straight lines, 
namely, X axis, Y axis and Z axis to estimate the location 
of the sound source. 

[0050] In the above embodiment, the rotary frame 32 
is rotated at each measurement position for measure- 
ment. Even when the measurement unit 10 is moved to 
a plurality of positions without rotating the rotary frame 
32 or when the rotary frame 32 is rotated at the same 
measurement position without moving the measure- 
ment unit 10 to a plurality of positions, the direction 9 of 
the sound source can be measured accurately. When 
the rotary frame 32 is not rotated, the optimum image 
around the sound source must be picked up by turning 
the camera 11 toward the estimated direction of the 
sound source. 

[0051] It is needless to say that the distance L be- 
tween the microphones is not limited to 0.42 m and may 
be suitably determined according to the properties of the 
sound source. 

[0052] The movement of the sound source can be es- 
timated by collecting a sound at predetermined time in- 
tervals at one measurement position or measurement 
angle to obtain the location of the sound source at each 
measurement time. 

Embodiment 2 

[0053] Fig. 7 is a schematic diagram of a sound 
source locating system according to Embodiment 2. In 
this Embodiment, five microphones M1 to M5 arranged 
in a square columnar form are used to estimate the hor- 
izontal angle 9 and elevation angle <(> of the sound 
source. Although other elements are the same as in the 
above Embodiment 1, in this Embodiment 2, sound in- 
formation from the above microphones M1 to M5 is used 
to estimate the location of the sound source by means 
of the personal computer 20. 

[0054] A description is subsequently given of an ex- 
ample of the arrangement of the microphones M1 to M5. 
[0055] As shown in Fig. 7 and Fig. 8, the microphones 
M1 to M4 are disposed above the above rotary frame 
32 (in the Z-axis direction) so that their detection por- 
tions form a regular square with the origin O on the X-Y 
plane as the center thereof. Specifically, the detection 
portions of the microphones M1 and M3 are placed at 
points (L/2, 0, 0) and (-L72, 0, 0) on the X axis and the 
detection portions of the microphones M2 and M4 are 
placed at points (0, L/2, 0) and (0, -L/2, 0) on the Y axis 
perpendicular to the X axis. 

[0056] As shown in Fig. 7 and Fig. 8, the fifth micro- 
phone M5 is held to the end of a substantially L-shaped 
member 32T projecting from the side of the above rotary 
frame 32 and extending upward and its detection portion 
is located above the center of the regular square con- 
stituted by the above four microphones M1 to M4. The 
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coordinates of the detection portion of the microphone 
M5 are shown below. 
(0.0, L) 

[0057] Thereby, the microphones M1 to M5 are dis- 
posed such that the distances between the fifth micro- 5 
phone and the microphones M1 to M4 should be equal 
to the distance L between the microphones (M1, M3) 
and the distance L between the microphones (M2, M4). 
In this embodiment, the above L is set to 0.35 m so that 
a noise from a transformer at a factory or the like can 
be measured with high sensitivity. 
[0058] A description is subsequently given of the 
method of estimating the location of a sound source. 
[0059] In the actual measurement, as the location of 
the sound source is very far from the locations of the 
microphones, a sound that reaches the microphones 
can be regarded as a plane wave. Then, in this embod- 
iment, to obtain the location of the sound source, the 
location of the sound source is estimated based on the 
assumption that the location of the sound source is very 
far (for example, 10 times or more the distance L) from 
the locations of the microphones and the sound is input 
into the microphones as a plane wave. 
[0060] In the approximation of the plane wave, since 
a time delay Dij between the microphone Mi and the mi- 
crophone Mj and the horizontal angle 0 and elevation 
angle <j) of the location of the sound source are repre- 
sented by the following equations (3) and (4), the fre- 
quencies of the output signals of the microphones M1 
to M5 are analyzed to calculate differences (time delay) 
Dij in sound arrival time among the microphones M1 to 
M5 at a frequency f to obtain the above horizontal angle 
6 and elevation angle 

9=tan" 1 (D13/D24) (3) 

♦ = tan' 1 (4) 

[0061] The above time delay Dij is the same as in the 
above embodiment 1 and calculated using the above 
equation (2). 

[0062] The location of the sound source can be cal- 
culated for each frequency. 

[0063] Thereby, an image around the above estimat- 
ed location of the sound source is picked up by the cam- 
era 1 1 so that the estimated location of the sound source 
can be displayed on the display 23 of the personal com- 
puter 20. 

[0064] The method of estimating the location of a 
sound source is almost the same as in the above em- 
bodiment 1 except that the personal computer 20 uses 
sound information from the above microphones M1 to 
M5 to estimate the horizontal angle 0 and elevation an- 
gle <]> of the location of the sound source by the above- 
described method of estimating the location of a sound 



source. 

[0065] Fig. 9 shows an example of an image showing 
the location of a sound source according to Embodiment 
2. In this Embodiment, the horizontal angle 9 is plotted 
on the X axis and the elevation angle $ is plotted on the 
Y axis of the image around the sound source displayed 
and a symbol for the location of the sound source on the 
above coordinates (6, <t>) can be displayed. 
[0066] The color of the symbol for the location of the 
sound source displayed can be changed according to 
the level of sound pressure or the height of frequency. 
For example, when the symbol for the location of the 
sound source displayed is changed according to the lev- 
el of sound pressure, symbols (circles) colored different 
according to the level of sound pressure are displayed 
on an image that shows the location of the sound source 
the best, a frequency distribution graph which plots the 
direction of the sound source on the X axis and frequen- 
cy on the Y axis is displayed below the image, and sym- 
bols in the graph are colored different according to the 
level of sound pressure so that even when there are a 
plurality of sound sources which differ from one another 
in the level of sound pressure or frequency, the locations 
of these sound sources can be known visually, thereby 
making it possible to know the characteristic features of 
the sound sources in detail easily. 
[0067] Also, symbols colored different according to 
the height of frequency may be displayed on the image 
that shows the location of a sound source the best and 
a sound pressure distribution graph which plots the di- 
rection of the sound source on the X axis and the level 
of sound pressure on the Y axis may be displayed below 
the image. Symbols in the graph may be colored differ- 
ent according to the height of frequency. 
[0068] In the above Embodiment 2, the microphones 
M1 to M5 are disposed such that the distances between 
the fifth microphone M5 and the other microphones M1 
to M4 should be equal to the distance L between the. 
microphones (M1, M3) and the distance L between the 
microphones (M2, M4). The method of arranging the mi- 
crophones is not limited to this. Basically, the above dis- 
tances may not be equal to one another, two pairs of 
microphones are disposed on two crossing straight 
lines, and further the fifth microphone may be placed at 
a position not on the same plane as the above pairs of 
microphones. To facilitate computation for the estima- 
tion of the direction of the sound source, it is preferred 
that the microphones should be located at highly sym- 
metrical positions. It is particularly preferred that the 
above two pairs of microphones should be disposed on 
two crossing straight lines so that they form a regular 
square, the fifth microphone should be disposed on a 
straight line passing through the center of the above reg- 
ular square and perpendicular to the above straight 
lines, and the distances between the fifth microphone 
and the microphones forming the above regular square 
should become equal to one another. 
[0069] In the sound source locating system of Embod- 
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iments 1 and 2, since the contribution rates of a plurality 
of sound sources to each frequency can be calculated 
as described above, when the system of the present in- 
vention comprises means of storing data on the sound 
pressure of a sound source which is normal and collect- 
ed by the above microphones and means of comparing 
the above stored sound pressure data with newly col- 
lected sound pressure data, it can specify the location 
of a sound source which generates an abnormal sound, 
for example, the sound pressure level of a specific fre- 
quency of the newly collected sound pressure level data 
becomes higher than the past data or a new peak ap- 
pears at a frequency band where no peak has ever been 
seen. Therefore, a sound source abnormality detection 
system is constructed by using this sound source locat- 
ing system of the present invention and installed at a 
predetermined site within the premises of a factory to 
measure the location of a sound source regularly so that 
a sound source which generates an abnormal sound by 
a failure in a transformer or motor can be located, there- 
by making it possible to detect the abnormality of a noise 
generating device. 

Industrial Feasibility 

[0070] As described above, according to the present 
invention, the location of a sound source is estimated 
from phase differences among the output signals of mi- 
crophones including three microphones arranged two- 
dimensionally or four microphones arranged three-di- 
mensionally, and an image around the above estimated 
location of the sound source is picked up so that the es- 
timated location of the sound source is displayed on the 
picked up image. Therefore, the sound source can be 
located and displayed with a simple structure. 
[0071] A pair of microphones arranged with a prede- 
termined space therebetween are each disposed on two 
or three crossing straight lines and a difference between 
sound arrival times to each pair of microphones is ob- 
tained to estimate the direction or location of the sound 
source using the hyperbolic technique or the approxi- 
mation (plane wave approximation) of the direction of 
the sound source from the above arrival time differences 
in order to specify the direction or the location of the 
sound source accurately. 

[0072] The location of the sound source is estimated 
from phase differences among the output signals of mi- 
crophones consisting of two pairs of microphones dis- 
posed on two crossing straight lines with a predeter- 
mined space therebetween and a fifth microphone not 
existent on the same plane as the two pairs of micro- 
phones and an image around the estimated location of 
the sound source is picked up so that the estimated lo- 
cation of the sound source is displayed on the above 
image. Therefore, the sound source can be located and 
displayed with a simple structure. 
[0073] The above two pairs of microphones are dis- 
posed on two crossing straight lines to form a regular 



square, the fifth microphone is located on a straight line 
passing through the center of the regular square and 
perpendicular to the above two straight lines, the dis- 
tances between the fifth microphone and the micro- 

5 phones forming the regular square become equal to one 
another, and differences between sound arrival times to 
one of the pairs of microphones and between sound ar- 
rival times to the other pair of microphones are obtained 
to estimate the location of the sound source. Therefore, 

10 the direction or location of the sound source can be 
specified accurately. 

[0074] When the fifth microphone is located such that 
the distances between the fifth microphone and the oth- 
er microphones forming the above regular square be- 

15 come equal to the distance between the microphones 
of each pair, the distances between the pairs of the mi- 
crophones for obtaining differences in arrival time can 
be made equal to each other, thereby making much eas- 
ier computation for the estimation of the location of the 

20 sound source. 

[0075] By changing the color of a symbol for the loca- 
tion of the sound source displayed on the image accord- 
ing to the level of sound pressure or the height of fre- 
quency, even when there are a plurality of sound sourc- 

25 es, not only the locations of these sound sources but 
also the sound pressure levels and frequency charac- 
teristics of the sounds can be displayed. Therefore, the 
characteristic features of the sound sources can be 
judged visually. 

30 [0076] Since the location of a sound source which 
generates an abnormal sound is specified by providing 
means of storing data on the sound pressure of a sound 
source which is normal and collected by the above mi- 
crophones and means of comparing newly collected 

35 sound pressure data with the above stored sound pres- 
sure data, the abnormality of a noise generating device 
can be detected without fail. 

[0077] Further, since the microphones are moved to 
a plurality of positions or the microphones are rotated to 
<o measure at a plurality of points or at a plurality of angles, 
the estimation accuracy of the location of the sound 
source can be improved. 

[0078] Since a sound is collected at predetermined 
time intervals to obtain the location of the sound source 

45 at each measurement time, the movement of the loca- 
tion of the sound source can be estimated. 
[0079] Since locating means such as GPS for meas- 
uring the absolute positions on the ground of the micro- 
phones is provided, the absolute position on the ground 

50 of the location of the sound source can be specified. 



Claims 

55 1. A sound source locating system which comprises 
microphones (M1-M4) including three micro- 
phones arranged two-dimensional ly, 
means (20) of estimating the location of a sound 



8 



15 



EP 1 331 490 A1 



16 



source from phase differences among the output 
signals of the microphones (M1-M4), means (11) 
of picking up an image around the estimated loca- 
tion of the sound source and means (23) of display- 
ing the estimated location of the sound source on 5 
the picked up image. 

The sound source locating system of claim 1, 
wherein a pair of microphones (M1~M3, M2-M4) 
spaced apart from each other by a predetermined w 
distance are each disposed on two crossing straight 
lines, a difference between sound arrival times to 
each pair of microphones (M1~M3 t M2~M4) is ob- 
tained, and the direction of the sound source is es- 
timated from the arrival time differences. is 

A sound source locating system which comprises 
microphones (M0-M4) including four microphones 
arranged three-dimensionally, means (25) of esti- 
mating the location of a sound source from phase 20 
differences among the output signals of the micro- 
phones (M0-M4), means (11) of picking up an im- 
age around the estimated location of the sound 
source and means of displaying the estimated loca- 
tion of the sound source on the picked up image. 25 

The sound source locating system of claim 3, 
wherein a 

pair of microphones spaced apart from each other 
by a predetermined distance are each disposed on 30 
three crossing straight lines, a difference between 
sound arrival times to each pair of microphones is 
obtained, and the location of the sound source is 
estimated from the arrival time differences. 

35 

The sound source locating system of claim 3 which 
comprises microphones (M1-~M3,M2~M4) con- 
sisting of two pairs of microphones disposed on two 
crossing straight lines with a predetermined dis- 
tance therebetween and a fifth microphone (MO) not 40 
existent on the same plane as the two pairs of mi- 
crophones, means (25) of estimating the location of 
a sound source from phase differences among the 
output signals of the microphones (M0-M4), 
means (11) of picking up an image around the esti- 45 
mated location of the sound source and means (23) 
of displaying the estimated location of the sound 
source on the picked up image. 

The sound source locating system of claim 5, so 
wherein the two pairs of microphones (M1 -M3.M2 
~M4) are disposed on two crossing straight lines, 
respectively, to form a regular square, the fifth mi- 
crophone (MO) is disposed on a straight line passing 
through the center of the regular square and per- 55 
pendicular to the two straight lines, and differences 
among sound arrival times to the microphones 
(M0-M4) are obtained to estimate the location of 



the sound source. 

7. The sound source locating system of claim 6, 
wherein the fifth microphone (MO) is arranged such 
that the distances between the fifth microphone and 
the other microphones (M1-M4) forming the regu- 
lar square are made equal to the distance between 
each pair of the microphones (M1-M3.M2 ~M4). 

8. The sound source locating system of any one of 
claims 1 to 7, wherein the color of a symbol for the 
location of the sound source displayed is changed 
according to the level of sound pressure or the 
height of frequency. 

9. The sound source locating system of any one of 
claims 1 to 8, wherein the microphones are moved 
to a plurality of positions. 

10. The sound source locating system of any one of 
claims 1 to 8, wherein the microphones can be ro- 
tated. 

11. The sound source locating system of any one of 
claims 1 to 10, wherein the microphones are used 
to collect a sound at predetermined time intervals 
to estimate the movement of the location of the 
sound source. 

12. The sound source locating system of any one of 
claims 1 to 11 which comprises means(12) of meas- 
uring the absolute locations on the ground of the 
microphones. 

13. The sound source locating system of any one of 
claims 1 to 7 which comprises means of storing data 
on the sound pressure of a sound source which is 
collected by the microphones and normal and 
means of comparing newly collected sound pres- 
sure data with the stored sound pressure data. 
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